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Abstract

The problem of lossless fixed-rate streaming coding of discmemoryless sources with side information at the
decoder is studied. A random time-varying tree-code is useskquentially bin strings and a Stack Algorithm with
a variable bias uses the side information to give a delayemsal coding system for lossless source coding with
side information. The scheme is shown to give exponentiddigaying probability of error with delay, with exponent
equal to Gallager’s random coding exponent for sources wsiille information. The mean of the random variable
of computation for the stack decoder is bounded, and camdition the bias are given to guarantee a fipite
moment for0 < p < 1. Further, the problem is also studied in the case where thexaliscrete memoryless channel
between encoder and decoder. The same scheme is slightlfieddd give a joint-source channel encoder and Stack
Algorithm-based sequential decoder using side informatidgain, by a suitable choice of bias, the probability of
error decays exponentially with delay and the random viiab computation has a finite mean. Simulation results
for several examples are given.

Index Terms

Data compression, side information, joint source-chammugling, sequential decoding, lossless source coding,
Slepian-Wolf, error exponent, delay universal, stack @fgm, random variable of computation

|. INTRODUCTION

In this paper, we consider the problem of lossless sourcangaslith side information shown in Figuid 1. The
seminal paper of Slepian and Wolf [1] was the first to give thhievable rate region for this problem, when the
source consists of a pair of dependent random variablesateahdependent and identically distributed (IID) over
time. A sequence of IID symbols is encoded and its compragg@dsentation is given noiselessly to a decoder. The
decoder also has access to side information that is cagckiata known way with the source. The side information
generally permits the source to be compressed to a rate hdoantropy and still recovered losslessly. If the
source isU and the side informatiol’, then [1] showed that the conditional entrogg(U|V'), is a sufficient rate

to recover they with arbitrarily low probability of error.
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The currently known, robust methods of compression usedoint{io-point lossless source coding generally
employ variable length codes. Solutions such as Lempekdding ([2], [3], [4]) and context-tree weighting [5]
are also capable of efficiently compressing many sourcésmémory. Recently, these algorithms have been adapted
to the ‘compression with side information’ problem when #ige information is available to both the encoder and
decoder. Cai, et al. [6] have shown how to modify the conteed-method to account for side information at the
encoder. It is also possible to modify the Lempel-Ziv altforis to account for side information at the encoder
([71. [8D).

The purpose of this paper, however, is to consider how to cesspwhen the side information is available to
the decoder only. This restriction disallows variable kbngodes as a generic solution. Variable length codes work
because they assign short codewords to typical sourcegstand longer codewords to atypical strings. When
the side information is available only to the decoder, theoder cannot tell when the joint source is behaving
atypically. As an example consider a binary equiprobables®U. Let V' be the output oV passed through a
binary symmetric channel with crossover probabilit}10. Every U source string of the same length occurs with
equal probability, but clearly the side information alloth® source to be compressed belbwit per symbol.

One approach around this problem is to use block codes sutlbBE codes to give a ‘structured’ binning
of the source strings. The side information is then used atddécoder to distinguish amongst the source strings
in the received bin. In the same mold, it is also possible ® tusbo-codes as done by Aaron, Girod, et.al. ([9],
[10]). Regardless of the type of code, lack of the side infation at the encoder somehow necessitates a shift in
‘complexity’ from the encoder to the decoder.

The idea of shifting complexity from encoder to decoder issless source coding is not new. In [11], Hellman
suggested using convolutional codes for joint sourcessbbooding in applications such as deep-space communi-
cations where computational effort at the encoder comespa¢mium. Around the same time, papers of Koshelev
[12] and Blizard [13] suggested using convolutional codesanjunction with sequential decoders for the purposes
of data compression and joint source-channel coding. Thiesses extend naturally to the subject of this paper,
lossless source coding and joint source-channel codirfy sidte information available to the decoder only.

The approach of this paper is to use random, time-varyirfiniie constraint length convolutional codes to

U R U
— g > D —— >
Vv

Fig. 1. Source coding with side information at raebits per time unit.
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Convolutional and Elias [19] Hellman [11], - -
Tree Codes Blizard [13]
Delay Error Exponent Pinsker [20], Sahai [21] Chang and Sahai [22]| Chang and Sahai [23]] Chang and Sahai [24]
Sequential Decoding Jelinek [14] Thm.[d Thm.[d Thm.[2
Delay Error Exponent
Sequential Decoding Jelinek [25] Koshelev [12] Thm.[3 Thm.[4
Computation Achievability Savage [26]
Sequential Decoding Jacobs and Arikan and open open
Computation Converse Berlekamp [27] Merhav [28]
TABLE |

SOME REFERENCES IN DATA COMPRESSION AND CHANNEL CODING AND DB COMPRESSION WITH SIDE INFORMATION

sequentially ‘bin’ an 11D source and a Stack Algorithm semfied decoder to (almost) losslessly recover it. The
decoder has a variable ‘bias’ parameter, as in [14] by Jelithat allows for a tradeoff between probability of error

and moments of the random variable of computation assaciatin the sequential decoder. The proof techniques
are adaptations to source coding and joint source-chamdkéhg of those of [14].

Table[] shows the relation of this paper with some prior wdrkere are several lines of work in information
theory that our scheme is related to. As already mentiortesl,ntain point of this paper is to extend the idea
of using convolutional encoding with sequential decodiaglbssless source coding by modifying the decoder to
allow the use of side information.

In [12], Koshelev shows that there is a point-to-point seucoding ‘cutoff rate’ for a stack-based sequential
decoding algorithm. That is, if the rate is larger than théoffurate, then the expected mean of computation
performed by the sequential decoder is finite. Work in theosfip direction by Arikan and Merhav [28] showed
that this cutoff rate is tight; if the rate is below the cutoffte, the expected mean in computation is infinite.
Furthermore, [28] gives a lower bound to the cutoff rate fibm@oments of the random variable of computation,
not only the mean. Our result regarding computation pdsak®@shelev’s, only with side information allowed at
the decoder. We give an upper bound to the ‘cutoff rate’ formants in the interval0, 1], of sequential decoding
for lossless source coding with side information at the decoWwhen the side information is independent of the
source to be recovered, reducing to the point-to-pointiearef the problem, this cutoff rate coincides with that
of [28].

One interesting aspect of our scheme is its ‘anytime’ orydelaiversal nature. By using an infinite constraint-

length convolutional code, it is possible to have a prolighdf error that goes to zero exponentially with dgay

1Delay is defined as the difference between the decoding timdettee time the symbol entered the encoder.
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For certain problems in distributed control ([29], [30]) exponentially decreasing probability of error is reqdire
to guarantee plant stability (in a moment sense). For thesblgms, the error exponent with delay determines
the moments of the plant state that can be stabilized. Thenselpresented in this paper, if there is a channel
between encoder and the side-information aided decodeieves an error exponent with delay analogous to the
point-to-point random block coding error exponent of Peobl5.16 of Gallager [16]. Recent work by Chang, et.
al. ([31], [22], [23], [32]) has shown that in general, thesbblock error exponents are much lower than the best
error exponents with delay achievable for problems of Essisource coding with and without side information.
The paper is organized as follows. In Section JI-A we set up ghoblem of streaming source coding, perhaps
with a noisy channel between encoder and decoder, and vdthisformation available to the decoder. Then in
Sectior1I-B we give a description of the encoder and decddext, in Sectio Il we state the two main theorems
One theorem states the error exponent with delay for thisreehand the other theorem gives an upper bound to
the asymptotic distribution of computation when using tteels algorithm. The next section gives some examples
and simulation results showing that the proposed scheméeamplemented with non-prohibitive complexity. In
the conclusion, we discuss some open questions left in pleisific line of work and some future directions. Finally,

in the appendix, we give proofs of the theorems of the text.

Il. SEQUENTIAL DATA COMPRESSION WITH SIDE INFORMATION
A. Problem definition

The source is modelled as a sequence of IID random varidblgd;), i > 1, that take on values from a finite
alphabet/ x V. Each (U;,V;) is drawn according to a probability mass functi@tu, v). With some abuse of
notation, we will useQ(u), for v € U, to denote the marginal probability’ ., Q(u,v). Similarly, Q(v) will
be the marginab_, ., Q(u,v) for v € V. Finally, Q(ulv) = Q(u,v)/Q(v) for (u,v) € U x V. Without loss of
generality, assum&(v) > 0, Vv € V. If U andV are independent, the point-to-point source coding probem
recovered.

Our goal is to code thé/; symbols causally into a fixed rate bit stream so that the sysnten be recovered
losslessly by a decoder in the sense that a syrhdad recovered with probability in the limit of large decoding
delay. For reasons mentioned in the introduction, a trulgdixate coding strategy that assigns the same number

of bits to sequences of the same length will be pursued.

Figure[2 shows the setup of our ‘streaming’ source codindplpro. At a discrete time instant, the encoder
has access to the source realization up through timehich is denotefiu?. Let the rate of the encoder l#e bits
per source symbol. The encoder at tim@utputs|nR| — |(n — 1)R| bits that are a function of}. Based on the

bits BIL"RJ and the side information}, the decoder at time gives its estimate of the source symbols up through

2We will use z{ to denote the vectofz;, zi11, . ..,2;) if ¢ < j and the null string ifi > j.
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Fig. 2. Sequential source coding with side-informatiorie iR = %

time n, denoted a%} (n).

En ¢ U™ = {0,1}nRI-L(n=DE] 1)

B g ) = En(ul) 2)
D, : {0, 1}l cym Ly (3)

an) = Da(B" ) (4)

The only interesting values aR lie in the interval [H(U|V),log,(|{|)] since we need a rate of at least the
conditional entropy to losslessly encode the source, aft:if log, (|U/|), we could just index the source sequences
on a per-letter basis and losslessly recover them with naydel

1
HUV) £ Q@)Y Qulv)logy 5—— (5)
Qo)

There are two measures of performance that we will evallritst is the tradeoff between probability of error

and delay.

Definition 1: The probability of error with delayd, P.(d), is
Pe(d) £ sup P(a}'(n + d) # uf) (6)

This probability is taken over the randomness in the sounckasmy randomness that may be present in the encoder
or decoder. Thesrror exponent with delgyor reliability exponentZ(R) at the rateR where the encoder/decoder
operates is

1
E(R) & lim inf - log, P.(d) (7)

The second measure of performance lies in the random varafbdomputation. The motivation for developing
sequential decoders has always been the opportunity to ddwearly optimal’ decoder without exponentially
growing complexity in block length or delay [33]. The amowiftcomputation performed by our source decoder

will be measured in the number of source sequences that asdened or compared against others.
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Definition 2: If u, is the true source realization at time> 1, the i** incorrect subtreeC;, is
C =2 {zf eU” :n >i, zf_l = ui_l andz; # ul} (8)
The i*" random variable of computationV;, is the number of nodes i@; that are ever examined by the decoder.

The definition of V; is a bit vague for arbitrary decoders but becomes concretsefguential decoders, because
the defining property of sequential decoders is essentiladly they examine paths in a tree or trellis structure one

by on

B. A random binning scheme with a stack decoder

In this section, the encoder and decoder for the codingestyadf this paper is described. The encoder used
is similar to the encoder used in the sequential source gopaper of [31]. The bit sequence is arrived at by
the use of a random tree code, which can be implemented udingeavarying, infinite constraint length, random
convolutional code. Figurlgl 3 shows an example of such a ddddirst envisage a uniform tree with/| branches
emanating from each node. The branches are numbeged. ., |/| to denote the extension of the parent sequence
by one symbol froni/. Hence, for allk > 1 there is a one-to-one correspondence betwiémry strings of length
k and nodes in the tree. These properties make clear thaliteptie branches of the tree with an appropriate
number of code bits would yield a tree encoding of the souascgequential source code.

The sequential random binning scheme we use is an ensemlibtleeotodes, with every bit on every branch
drawn identically and independently as Bernoullf2,1/2) (B(1/2)) random variables. This means that if source
sequences?} and:z} are the same until time —d + 1, i.e. u{“d = z?‘d, butu,—_g+1 # 2n—a+1, the probability
thatu?} andz7 are placed in the same ‘bin’ B¢ This is because the lagf? bits of the codewords fou} and
z}* are drawn IDB(1/2). We refer to the bits in the codewords of source sequencesaaities’ because we think
of them as coming from a time-varying, infinite constraimgdé convolutional code.

Decoding will be done by a stack algorithm, and hence is a@soiential. For explanations of the stack algorithm,
refer to [34], [35], or [36]. The following is the specific staalgorithm used. We initialize the stack with the root

node having a metric ad.

1) Letw} denote the (partial) source sequence at the top of the sReskoveu! from the stack and consider
each of its|i/| extensions by one symbol frobd, i.e. (u},u), Yu € X. Leta}™ be one of these extensions,

and do the following for each of the extensions. If the pesitbfﬂlfrl match the parities received, update

the metric ofalfrl and add it to the stack in a sorted way (highest metric on ©f)erwise discardill“.

3There is also some amount of ‘internal’ computation the decanust do to determine the codewords of the source secgiéMecassume an
oracle gives the decoder any source codeword it wants atosiit This is somewhat significant in our random convol@ia@ode implementation
since the encoder’s output depends on all previous sountdalg. This means that as time increases, there is an ifmgeasmplexity to
determining the bits assigned to a source symbol.

4 Note that the parities of‘™* will match those received if and only if the label on the bitmestendingu! to @'™* matches theR parities
received in the last time step.
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2) Letu? denote the sequence on top of the stack after all the relexaemsions have been added. If the length

of u¥, k, is up to the current time, declatd as the decoded source sequence so far. Otherwise repeat 1.
The metrics are updated in an additive manner, with the mefriz'™ beingT'(a@\™) = T'(a}) 4 T'(@1). For

(u,v) € U x V, the metric for the source symbalgiven side informatior is
() £ G +log,y (Q(ulv))

The parametef: is the ‘bias’ and controls to a large extent the amount ofcdeag through the tree the algorithm
performs. The bias is used as a normalizer so that the trbetlpatugh the tree has a metric that is slowly increasing

in time, while false path metrics are dropped-too by non-matching parities.

C. Joint source-channel coding with side information

Suppose there is a DMC between the encoder and the decodlé#/ lbe its probability transition matrix, from

a finite input alphabe#®’ to a finite output alphabey. Assume there ara > 0 channel uses per source symbol.

gn . unﬁx\_nﬂ—\_(n—l))& (9)

ni n n
Tl ) = En(ul) (10)
D, = Yy xyr 5y (11)
@(n) = Dalyf™ o} (12)

The random binning encoder and the stack decoder of thequ®\section changes only slightly. First, the
encoding tree is restricted to having one channel symbol awh dranch, rather thaR bits. We will assume
each channel input on the tree is drawn IID from a distributitfz) on X. Secondly, the stack decoder cannot
discard paths based on parities anymore. Sa,ifz?, andy; are respectively the source symbol on a branch,
side information symbol, channel inputs on the branch aedctiannel outputs received by the decoder, then the

decoder assigns a metric of:
Q)W (y7|27)
P(y})
where P(y) £ Y B(x)W(y|z) and P(y}) = ]_[2:1 P(yi). The performance measures remain the same,

with the error exponent at ‘rateX being E(\) = liminfy_,0c — 3 logy Pe(d).

I'(u) = G + log,
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Fig. 3. An example of a tree code for a source with ternaryagh Here the raté is one bit per source symbol.
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IIl. M AIN RESULTS

A. Functions of interest

We start with the definition of some functions that appeahim theorem statements. The following functions of

the channel input distributiorf(x), and channel transition probability matril/ (y|x), appear in [14].

Bolp) 2 —logy | 30 PO A s f*ﬂ] (13)
?JG'.V rzeX

Flp) 2 —logy | 3 PGS Bl y'”””)w f] (14)
?JG'.V reX

Glo) 2 ~lom,| 30 POILY. ey (15)
Syey zeX

We define the following functions of the source distributiimn p > 0. E;(p) can be found in [18] and the

others are modifications af,;.

Balp) £ o | X QY Qulo) )] (16)
~veV ucl
Falp) 2 o | X QICE QGulo) ey )
~vey uel
Gulp) 2 1ows | X QY Qi) ™) (18
~vey uel
If the side information is independent 6f, then we get the simpler functioris;(p), Fs(p) andG4(p) below.
Edp) = (14 p)og | Q| (19)
ueUu
RG) 2 plog | Y Q)] (20)
ueU
Glp) £ tors | - Q)| @1)
ueU

B. Probability of error with delay
Theorem 1 (Error exponent with delay for source coding with $de information): Suppose that the decoder
has access to the side information and there is a noiseles® tainary channel between the encoder and decoder.

Fix any e > 0 and letp € [0, 1]. For the encoder/decoder of Sectlon1I-B, if the bi@satisfies

1+
6 < 2[5 - Fulo)] (22)
then there is a constaif, < co so that
P.(d) < Kcexpy ( —d(pR — Es(p) — e)_) (23)

Hence, with suitable choice of bias, the error exponent wélay can approach

E(R) = E,si(R) 2 sup pR— Eyl(p) (24)
p€0,1]
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If the side information is independent of the souie then E,;, F; and G,; simplify to E,, F, and G,
respectively. So, in the case of straight point-to-poissless source coding, we arrive at an source coding equivale

of Gallager's random coding exponent:

Erpp(R) 2 max pR — Ey(p) (25)
p€0,1]

Theorem 2 (Error exponent with delay for joint source-chanrel coding with side information): Suppose there
is a channellV between the encoder and the decoder and side informatiovaiglale to the decoder. Fix any
e > 0 and letp € [0,1]. For the encoder/decoder of Sectigns1I-B andlll-C, if thastii’ satisfies

6 < 222 [u(p) ~ Fulp) - NEa(p) + A (o) (26)

then, there is a constaif, < oo so that

Pd) < Keoxpy (= d0Ea(p) - Bulp) - L) @)
Hence, with suitable choice of bias, the error exponent wétay can be

E(A) = Er,jscsi(/\) £ sup )‘EO(p) - Esz(p) (28)
p€[0,1]

By assuming the side information to be independent of thecgpuve once again have a scheme for joint source-
channel coding. The error exponent achieved is the jointceschannel equivalent of Gallager's random coding
exponent ([16], Problem 5.16).

Erjse(N) & max AEy(p) — Es(p) (29)
p€[0,1]

The exponent of_(29) is lower in general than the joint sounltannel exponent of Csiszar [37].

C. Random variable of computation

Theorem 3 (Computation of stack decoder with side informatbn): Suppose that the decoder has access to
the side information and there is a rake noiseless, binary channel between the encoder and dedeadesny

v € [0,1]. For the encoder/decoder of Sectlon1I-B, if the b@@satisfies

1+ 1+
60 <6 < R pae)] (30)
v v
then they’" moment of computation is uniformly finite all for i.e. 3 K < oo such thatv i, E[N]] < K, if
R Esi(v) (31)
Y

As a conclusion of the theorem, we show that the interval ablé bias values implicit in-30 is in fact non-empty

if R> Eq(y)/7-
By restricting to the point-to-point case, we see that{Hemoment of computation, foy € [0, 1], can be finite

Es(v)
¥

R> (32)
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This result has been known fgr= 1, due to Koshelev [12]. We conjecture that Theofém 3 remairesfory > 1.
This conjecture is supported by simulation, but unproveis established by using the results found in [28] that
if R < Eq(vy)/v, thenE[N;] cannot be uniformly bounded. Together, these results gethat our stack decoder
is doing as well as could be hoped for any sequential decaodé&rins of the moments of computation for the
point-to-point case.

Theorem 4 (Computation of stack decoder for joint source-chnnel coding with side information): Suppose
there is a channdll’ between the encoder and the decoder and side informatioraikalale to the decoder. Fix
any~ € [0, 1]. For the encoder/decoder of Sectiéns]I-B andlll-C, if thesli¥ satisfies

HT” {Gsm) - AG@)] <G < — [)\F(w) — Fsm)} (33)

then they" moment of computation is uniformly finite all for i.e. 3 K < oo such thatv i, E[N;] < K, if

1+~

AEo(7) > Esi(v) (34)

Again, in the appendix, we show that Bq(vy) > Es;(v), then the interval of acceptable bias value$ih 33 is
non-empty.
By removing the side information, we see the condition ndefe a finite v moment of computation, for
v €10,1] is:
AEo(v) > Es(v) (35)

The condition of[(3b) has a matching converse once agairghatan be found in [28].
In section VI-G, it is shown that the error exponent is pusitivhen the bias is set as suggested in Theoféms 3
and[4. Hence, the decoder is actually decoding correctlytl@dverage computation is not finite simply because

the Stack Algorithm is blindly following an incorrect path.

D. Proof Outline

The proofs are the source coding analog of the proofs of Emer2 and 3 of [14]. We give a proof outline
for TheorenilL for the point-to-point lossless source codiage, as the important ideas are all present without the
excess notation.

Assume thaG < ipp[Es(p) — Fs(p)]. We will show that for any > 0, there is aK, < oo,
P.(d) < Kcexpy (— d(pR — Es(p) — €)). (36)

We can assumgR — E,(p) — € > 0; otherwise there is nothing to prove.
The error event of interesfyy, is referred to in [14] as a failure event of depttand is defined in((37) and we
will relate it to P.(d) at the end of the proof. Figute TI[1D shows paths that may feadn error event of depth

occurring, i.e.Fs.

Fa 230, iy #Auw =T@g) > 11<nkir<1dl“(u’f) and parities ofu{ match B{*} (37)
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The eventF,; can be subdivided into events; ;, so thatF,; = UZZI Fy 1, where
Fir2 30 0 #u—= T@¢) >T'(uf) and parities ofi{ match B¢} (38)

Let U¢ be the random vector of the firdtsource symbols and I&t be an arbitrary vector it¥?. By conditioning

on the source sequence and applying the union bound, we get

P(Fy) = Y Qu)P(F,|U{=uf) (39)
udexd
d
< D> Q) P(FarlUf = uf) (40)
k=1 ud

Supposei is a false path that causéy ;, to occur. This means its parities match the received bitsitandetric

I'(ug) is at leastl'(u%). Therefore,

0 < F(ﬂf)—F(ulf) (41)
k
log
o

Now, denotingl(-) as the indicator function of its argument, and using a Galtatyle union bound, fos € [0, 1],

Z log, Q1)) + (d — k)G (42)

I=k+1

we have
P(Fyp|Ud =uf) < {L > 1(uf causesty . to occu))’ Uy = uﬂ (43)
uf: w1 £uq
< < > E[(uf causesF, x to occup=Uy = ul]_> (44)

T, WAtu

( dz Ak(ul,u1)> (45)

uf, uiFuy

Here [44) follows from Jensen’s inequality. Continuinglwihe bounding, we use the fact that the parity generation

[I>

process is independgm)f everything else to get

Ar(@d,ud) = E[l(parities ofu¢ match B{F) - 1(I'(@¢) > I'(u}))=U{ = ud] (46)
= E[l(parities ofud match B¢®) E[1(T'(ud) > F(u’f)) =ud] (47)
< expy(=dR) - exp, (o (N(@) = Th)) (48)
Substituting forAk(ul,ul) and removing the restriction tha # u;,
~L P
P(Fagluf) < (Zdjexp2<—dR> exps (1 Llog; ggz,}i o, Qi)+ @-HGD) (49)
Q@) P
— e dpR+ (-0 o) S ) <2Quk+1 w60
"k 1

5Note that we need only pairwise independence of the pasdli@sg two paths.
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Equation [[5D) follows from the standard algebra of intergfiag sums and products. Finally, we are ready to

complete the bound aP(Fy).

d
k=1

ZQ uf) ”PLZQ (ay 1*”)_p Z Q(ujity LZ QU4 1*”)_p (51)

uk+1 ”k+1

_ 22 dpR+(d—k) 12, LZQ u ”’))—CZQ uk 1+ﬂX)LZ Qu, ) T+7)° (52)

k=1 ul ul uk+1

We get [52) by noting that th&'s are just dummy variables and we are free to replace themwist Next, we use

the 11D property of the source along with standard algebrgebto an exponential form. For example, we have

L\ e k(1+p)
(T ouh™) (X ewr) 53

ueld
= expy (kEs(p)). (54)
Similarly,
L;Q(u’fﬁf = L%Q(u)liﬁ ko (55)
: = expy (kF5(p)) (56)

A bit more algebra and the condition on the bias gives:
d

P(Fy) < Y expy(—dpR+(d— k)—G+kE (p) + (d = k)Fs(p))L (57)
k=1
d
= ey (I 0+ Fulp) — pRLY exvy (b(EL(p) ~ Fulp) = 72-C)) (59)
— dexpy (— d(pR — Eu(p))) (60)

So, now we have for any > 0,

IN

K. exp, (— d(pR — Ey(p) — €)) (61)

~ log, d
K. & max{d: ng >e€} <00 (62)

P(Fy)

Note thatK, < co and is independent af becausdog,(d)/d goes to0. Finally, we can prove the statement of

the theorem. In order for a delayor greater error to occur it must be thatn + d) # u; for somel < i < n.
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Now, assuming the bias satisfies the required condition, ave h

3
|
-

P(ay(n+d) #uy) = Y Paj(n+d)=uf, g1 # ugi) (63)
k=0
n—1

< S P(Furn i) P(@(n + d) = ub) (64)
k=0

< > P(Fuu) (65)
k=0

< Z K 2 (@+k)(pR=Ex(p)—e) (66)
k=0

—  9—d(pR—Es(p)—e) Z f(esz(pR*Es(p)*e) (67)

k=0
= Kcexpy(—d(pR — Es(p) — €))L (68)

The critical step is in[(84), which says that if the decodeth@and true path agree until tinie the error event
can be thought of as ‘rooted’ at time+ 1. Hence, we are reduced to the error evEpt,,_.. The ideas used in

the proof of the computation bound are essentially the same.
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/ ~— True Source Sequence

Time 1

N——

Time 2
H‘,_/
Time 3

|

Potentially F3 causing paths

Fig. 4. A ternary tree. The true source sequence is shownealidwe conditionu; # w1 Selects a portion of the tree containing paths that
could potentially cause the error evefi.
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IV. SIMULATIONS

The random time-varying encoder and stack decoder werdaiealin software using a random number generator.
The ‘experimental’ results are compared with the theoryéaification. The probability of error with delay. (d), is
the first quantity looked at experimentally. Since proliabdf error decays exponentially with delay, tfegarithm

of the probability of error decays linearly with delay. Thst
log, Pe(d) ~ —E(R)d

The slope of the line on &g,-plot is thus the negative of the error exponent achievechizydcheme.

Further, if we assume that the moments of computagioany timeare the same as the moments of computation
in any incorrect subtreewe can compare the Pareto exponent of the simulation tohthery. This is done by
comparinglog, P(C > n) versuslog, n on a graph, wher€' is the number of computations performed at a time

step. The fact that the distribution of computation is astotipally Paretian should yield that
logy, P(C > n) ~ —ylogyn

where~ is the Pareto exponent of computation.

A. Point to point

Example 4.1:We explore an example of point-to-point lossless sourcéngpithat will be comparable to the case
when side information is available at the decoder only. TheceU, is a sequence of [I8(1/2) random bits.V;

are generated by passing through a binary symmetric channel (BSC) with crossovebgbility ¢ = In this

L
example, we consider the case when the side informatioraitalle at both the encoder and decoder. The situation
is diagrammed in Figurlg 6. It is clear that siri¢ds available at both the encoder and decoder, compresgsing

is the same as compressibg Figure[$ shows the relevant source coding functions foretiner random variable

U @ V. Since we are just encoding the noise, the rate must be atAeds|V) = H,(¢) where H, is the binary
entropy function.

We experimentally estimate the error exponent with delay/Rareto exponent of computation. These are shown
in Figured¥ andl8 respectively. Again, we see that we careaetthe random coding error exponent and the Pareto
exponent guaranteed by theoréin 3 holds. Since the bias {altgis actually too high to guarantee achieving
E, ,»(R) at rateR = 0.7, the error exponent in the experiment is somewhat surpgriditowever, we stress again
that the fitting of a line to the curve is somewhat arbitrarg are cannot expect to have precise values of the slope

beyond the first digit.

B. Side information

Example 4.2:We reuse the binary source example, where the side infasmatigenerated by passing the source

bit through a BSC. The side information this time is only éafalie at the decoder, as is shown in Figure 9. In this

November 9, 2018 DRAFT



17

0.5 08— Random Coding Exponent
= Block Coding Bound

E(P)
Exponent
°
S

0 [
0 05 1 0.4 0.6 0.8 1
p Rate in bits h
2 Required rate to have a finite \/ moment
- 0.8 0.7
g — EWN
> = = Source Entropy
9] 0.65
2 06 »
] =
@ 2 06
2 o4 £
o )
% &*-‘; 0.55
0.2
é 0.5
X 0 0.45
g 04 0.6 0.8 1 0 0.5 1
Rate in bits \

Fig. 5. Functions of interest associated with a binary sswith PMF (0.9,0.1).

Rat/eR ~
/

U > D — U

Y
tn

Fig. 6. An example of point-to-point source coding that candompared to source coding with side information at the diecd/; are
Bernoulli (1/2) random bits}y is U passed through a BSC with crossover probabitityThe encoder sequentially bins the error sequence
ugV.

case, the functio®s; (p) simplifie@ as below,

Ea(p) = logy Y (> Qu,v)/F)+r) (69)

veEVY uweUu

= log, Y QW)LY Qulv)/tFe)+e) (70)
veyY ueU

1

— oY %@/(Hp) + (1= o)/t (71)
v=0

= (1+p)logy ("/FP) 4 (1 — ¢)t/0FP) (72)

This E,;(p) is the same as th&,(p) function that appears if the side informatidhis available at both the

encoder and decoder, i.e. point-to-point coding of thereseguence. To compare to the case whers available

6This expansion is for the reviewer's convenience, it willleenoved in the final version.
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Theoretical | Experimental
Error exponent with delay 0.05 ~ 0.06
Pareto exponent of computation >1 ~ 1.2
Conjectured Pareto exponent 1.2
TABLE TT

COMPARISON OF THEORETICAL AND EXPERIMENTAL PERFORMANCE IN EAMPLE [4.11.

Probability of error with delay

or Binary Source J
PMF: (0.9, 0.1)
-2r Entropy = 0.47 bits/symbol -

Simulation Data

Rate = 0.7 bits/symbol 4
Bias = 0.7

52

6 |
‘Igl Averaged over 100 trials,
T -8 100,000 symbols each ]
©
S 1ol E(0.7)=0.05 ]
u Experimental E(0.7) = 0.06
& 12 |
g Linear Fit

-14 Slope = -0.06

-16}

50 100 150
depth d

Fig. 7. EstimatingE(R) for example 4.

Random variable of computation
T T T T

N)

Simulation Data

Binary source
PMF: (0.9, 0.1)
Entropy: 0.47 bits/sym

Rate = 0.7 bits/sym

Io:zg2 Pr(Number of computations >

_10t Bias = 0.7
Averaged over 100 trials : 8
’ Linear Fit
10,000 symbols each Slope = -1.2
E(1)=0.678
Experimental Pareto Exponent = 1.2
_15 . . | . . . . .
0 1 2 3 7 8 9

4 5
log,(N)

Fig. 8. Estimating the Pareto exponent for computation f@neple[4.1.
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Rat/eR ~
7/

Fig. 9. An example of lossless source coding with side infiifom at the decoder only/; are Bernoulli (1/2) random bitsy is U passed
through a BSC with crossover probabiliey The encoder sequentially bins its observationg/of

Theoretical | Experimental
Error exponent with delay 0.05 ~ 0.08
Pareto exponent of computation  >1 ~ 1.2
Conjectured Pareto exponent 1.2
TABLE T

COMPARISON OF THEORETICAL AND EXPERIMENTAL PERFORMANCE IN EAMPLE [4.2.

at the encoder as well, we estimate the error exponent witly @nd the Pareto exponent for computation through
simulation in Figure§ 10 arid 111 respectively. In this sirtiata the rate is once again7 bits per symbol, and the
bias is0.7. We see nearly identical values for the error exponent amdt®&xponent of the two examples, as we
should.

V. CONCLUSION

In this paper, a scheme was described for the problem of gwntce-channel coding with side information
available only at the decoder. If the channel is noiseless,immediately arrives at a scheme for (almost) lossless
compression with side information at the decoder only. Tddirgg is done in a ‘streaming’ manner in the sense that
source symbols are encoded as they arrive. The encodestokan infinite constraint length random time-varying
convolutional code, and the decoder is a Stack Algorithnueetial decoder with a variable ‘bias’ parameter.

Two performance measures were bounded for this system wdaingcIID sources over DMCs; probability of
error with end-to-end delay and (average) computatiorfattedf the decoder. We showed that various analogs of
Gallager’s random coding error exponent could be achieyeduitable choice of bias. We also bounded g
moment of computation fod < p < 1. We thus established a lower bound for the cutoff rate for s up to
the mean for sequential decoding with side information. @woeld expect that a tweak to the analysis of [28],

allowing for side information, would establish the matahimpper bounds on the cutoff rate.
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Iogz(P(Depth of failure

Probability of error with delay

-6

-8r 10,000 symbols each
_10k
_12}
_14k
_16}

-18f Slope = -0.08

Binary Source
with Side Information
£=0.1

Simulation Data H(UIV) = 0.47 bits/symbol|

Rate = 0.7 bits/symbol |
Bias = 0.7

Averaged over 100 trials,

E,(0.7)=0.05 —
Experimental E(R) = 0.087

Linear Fi

-20
0

50 100 150
depth d

Fig. 10. DeterminingE(R) for exampld4.P.

I092( Pr(Comps = N))

-2

-4

-6

The Random Variable of Computation

Linear Fit

L / Slope =-1.2 |

r Binary Source

with Side Information
£=0.1

H(U|V) = 0.47 bits/symbol

r Rate = 0.7 bits/symbol
Bias = 0.7

[ Averaged over 100 trials, Simulation Data/"-,
10,000 symbols each
| E/m=06 il
. Experjmenta| Paretq Exponent = 1.2 . . . .
0 1 2 3 4 6 7 8 9 10

5
log,(N)

Fig. 11. Determining the Pareto exponent for computatianef@mpld 4.

Following the work of Koshelev [12], it may be possible to evallow for finite memory Markov sources.
Another important extension would be to consider two distied encoders as in the paper of Slepian and Wolf
[1]; the case when the side informatidhis coded and required to be reconstructed. The scheme abSEEB]
naturally allows for this by adding another tree code for ékiger source and modifying the metric update slightly.
Simulation results have shown that the computation coshséde be prohibitive except for high rates. Indeed, even
the random coding exponents for correlated sources areanmuch lower when both sources are coded [31].

Perhaps this is not surprising considering that the contipnt@ cutoff rate is closely tied to the ‘GallageF

function indirectly through the random coding error expane
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U X Y U
D g > M/ > D >
T
V

Fig. 12. Joint source-channel coding with side informatmailable to the decoder.

V1. APPENDIX- PROOFS

In this section we prove the theorems of the paper. First wavsimat the probability of error goes to zero
exponentially with delay. This is done initially in the casben there is only a noiseless channel and the source is
encoded at some rafe bits per time unit. Then, we prove this for joint source-alarcoding with side information
when the source and the channel are ‘synchronized’ at oneesa@ymbol per channel use. Next, we prove the
theorems regarding the random variable of computationirAgee do this first in the case of source coding with
side information, and then for joint source-channel codiith side information. Before diving into the proofs
individually, we first examine the error events that show{up.

Assume thatR is an integer so we need not worry about integer er@dtsthe exposition, but the results hold

for non-integer rates as well. Similarly, assume in the pafoTheoremg P anfl]4 that is an integer.

A. Error events

A source produces IID letterd/;, V;) according to a joint distributio)(u,v) on a discrete alphabét x V.
The U; are available to an encoder, and ttieare given to the decoder as side information. In the caseinof jo
source-channel coding, there is a discrete memorylessiehaiith probability transition matri¥? (y|z) with finite
input and output alphabets. We use the encoder and deco@mctibn1I-B. For joint source-channel coding, we
assume there is one channel use for every source symbol. Watedeectors as{,y™, ... etc. We reserve the
lettersu, x, andy for the ‘true’ variables and:, = for arbitrary ‘false’ variables.

The probability measur® will refer to all randomness in the source as well as the remggenerated encoder.
When no confusion arises) will be applied to multiple symbols like:§ with the meaning tha)(u}) =
[T, Qw).

The stack algorithm uses a metric, (implicity a function lod side information, tree code and channel outputs if
there are any), of (u) = log(Q(u|v)W (y|z(u))/P(y))+G for some bias? € R, whereP(y) = > f(x)W (y|x).

If there is no channell’(u) = log(Q(u|v)) + G if the parities of the sequence match the parities receiyethé

decoder. Otherwise, we can set the metric for non-matchémigigs to be—oco to effectively drop them out of the
"The appendix is lengthy and somewhat redundant for the aienee of the reviewer and will be trimmed for the final vensio

8For a non-integer rate, the encoder outputs eiitfef or [R] bits at every time instant. The integer effect is not impartasymptotically,
and for convenience we have used the integer assumptioroafsprin simulations, we have used non-integer rates.
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stack. We now consider how the stack decoder could followlse fpath. We say the stack decoder ‘visits’ a node
if it computes a metric for that node.

Suppose the true source sequendefs v7) until time n anduy is some other arbitrary source sequence. Viewed
as paths through the encoding tre&, andu} are the same if and only if they trace the same path from the roo
to depthn in the tree. Also, if they are not the same, there is someesantioint at which they diverge, call that
time n — d + 1. Equivalently,u’ % = @} ~4, but w4 o 47~ Until ime n — d, because the stack decoder
is a sequential decoder, the stack algorithm assighs’ and 7~ the same metric. In order fai} to be the

decoder’s estimated path at timg a necessary condition is:

L@ > min  D(ub) (73)

n—d+1<k<n

Noting that'(a}~%) = I'(u}~%), and the fact that the metric is additive, this reduces to:

~n . n—d+k
(@) = min T(upZ47) (74)

All randomness in the source, encoder/decoder, and ch@nemoryless and stationary, so the probability of

the above event occurring for some faigg , , is the same as the probability of the evdit defined below:

Fy 2 {3 e U=, # uy, T(ag) > 1I<nkir<1d1“(ulf)}_ (75)

We call F,; the error event of deptld. Figure[Ill-D shows paths that may lead to an error event gitlig

occurring, i.e.F3. We can further break upy into sub-eventd’ ; so that:

For 2 {30 eU'=iu; #uy, T@) >T(uf)} (76)
d
P(Fy) < ZP(Fd,k) (77)
k=1
P(Fyr) = ENQGu{euU:u #uy, T(@d) > T(uh))L (78)
< BIC Y. UD@) =)L (79)
ﬁfeud,ﬁﬁéul
Vp € [0,1]

Here1(-) denotes the indicator function of its argument. The lagt Igin fact true for any > 0, but it is only
useful in bounding ifp € [0, 1].

The probability of error with delay at timen is P(a}~%(n) # u?~%), whereu?~%(n) is the decoder’s estimate
of the source from timd to n — d produced at time:. We will give an upper bound on the probability of error
independent of: and depending only od, which is an upper bound oR.(d).

If a7%(n) # u?~%, then there is some point at which they diverged, sayd — 1. Sou} =%~ (n) = 7=, but
Un—d—i14+1(n) # un—q—1+1. SO the probability that a false decoded path and the trdegiaerged at time, — d — 1

is at mostP(F,;). Now we can use the union bound to get:

n—d

P@ = (n) £ up™") <> P(Fay) (80)
=0
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To get a bound independent of we just setn to infinity and get

P.(d) <) P(Fav) (81)
1=0

As for the random variable of computation, we define a genai@able N beIowH.

N 2 i > 1@ is visited) (82)
=1 ﬂllz Uy AUy
< D> X @)z min T@) (83)

=1 Ell 17] ;éul
By symmetry, it is clear tha’[N7] = E[N;'] for all i > 1 and anyy > 0. We want to find wherE/[N7] < .

By concavity, we have

E[NY] < E

i%Z @@Z@%mmy] .
DY @Mmmm»ﬂ ©5)
> w@mnm»ﬂ 6)
“iiﬁk (87)
(% w@zm@f] @8)

ﬁll H 171 7£’U,1

IN
&=

M8
ANk
I

|2
=

Ak

Here are some further facts/definitions that are repeatgestyg in the appendix:

1) The source and channel are memoryless. The parity gerembcess and channel input generation process
are done IID for every branch/node.

2) Jensen’s inequality. IfX is a random variable and is a concaven function, E[f(X)] < f(E[X)). If
p €10,1], f(x) = x” is concaven.

3) By definition, for eachy € Y, P(y) = > c» B(x)W (y|x).

4) Definitions of the exponent functiorfs,;, Ey, etc. can be found in1II=A.

5) Sums and products of probabilities commute, and changimgmy variables can be used to simplify terms.
See Gallager [16], Chapter 5.

B. Probability of error - source coding with side informatio

Theorem 5 (Restatement of Theoreni]l):Suppose that the decoder has access to the side informatichere

is a noiseless rat® binary channel between the encoder and decoder. Fixcany) and letp € [0, 1]. For the

9Sums of the formzuz1 mean summing over aﬁ’l € U'. This is the meaning for all sums in the appendix, unless alitiadal condition
such asu; # wu is explicitly stated.
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encoder/decoder of Section II-B, if the biéssatisfies

1+
6 < 22 () - £t (89)
then, there is a constaif, < oo so that
P.(d) < Kcexp, ( —d(pR — Esi(p) — e)_> (90)

Hence, with suitable choice of bias, the error exponent wétay can be
E(R) = E,si(R) £ sup pR— Egi(p) (91)
Proof: The letterB will be used for the bits received by the decoder, which wélrdeferred to as ‘parities’.
We can specialize the eveh}; to this situation and write it as:
Fa 230, oy #Auy =T@d) > lgng(u’f) and parities ofu¢ match B{#} (92)
The eventF,; can be subdivided into evenis; ;, so thatf,; = Uizl Far, where
Forn2 {30 0 #w—= T@) >T(uf) and parities ofi{ match B{#} (93)

Supposei is a false path that causéy ;, to occur. This means its parities match the received bitsitandetric

I'(uf) is at leastl’(u¥). Therefore,

0 < F( 1) = T(uf) (94)
= Z (og(Q(w|m)) + G) — Z(_log (wrlvr)) + G (95)
=1
ul|vl d
= log + log Q(ui|v) + (d — k)G 96
Z B 2 log Q) + (4 =) (96)
Using a Gallager-style union bound, fore [0, 1], we have
P(Fyp) < E[L Z 1(af causesFy, to occub)j’} (97)
ﬁ‘li: ﬂl;ﬁml
(a) i p
< Z E[1(u§ causesFy ; to occup] (98)

uf, w1#x1

Here, (a) is by Jensen’s inequality. By conditioning on tbarse sequence and applying the union bound, we
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get
P(Fy) = Z Q(ullivvl) (Fdlulvvlli) (99)
deyd vievd
d
< Z Q(uf, v¢ ZP Fypluf,v) (100)
u'f v k=1
= Z > Quf, v P(Fypluf, vf) (101)
k=1 “1 711
< Z Z Qud, v < Z E[l(u{ causesF, ; to occuy—=u{, v ]_> (102)
k=144 vd uf, u#z
é Z Z Q(ulfvvlli)( Z Ak(ulaulvvl)> (103)
k=1 uf,vf ul, u1#x1
Continuing with the bounding, we use the fact that the pagéperation process is indepen@rﬁf everything
else to get
Ap@éd,uf,v?) = E[l(parities ofu{ match B{®) - 1(T'(u) > T'(uf))=ud, v{] (104)
= FE[1(parities ofa{ match B¢ E[1(T () > T(uh))—=ud, v{] (105)
= 27PE[((af) > T(uf))=uf, vfL (106)
< expy(—dR) - expy (s(T(a@f) — T(uf))) (107)
k
— expal—dR) expy (Llogs B+ log, Qi) + (4~ G (108)
uy |y
foranys >0

Substituting forAy (u¢, u¢, v{), and removing the restriction tha # u;,

Qi |vy)

P(Faplud of) < <Zexp2(—dR)exp2(_sLlog2 iy
ot vy

p

T logy Q@ fof ) + (4 - k)Gn) (109)
uk P

= expy(~dpR+ (d— k)5pG) (ZL o ,}: %;162( k+1|vk+1>5) (110)

(b uk|vk) P
D expy(—dpR+ (d - kspG(ZL 1 1)18) (ZQuk+1lvk+l>) (111)

(uf vy
k+1

Relation (b) follows from the standard algebra of interafing sums and products. Now, we substitute the last

100nly pairwise independence of the parities along two digjpiaths is required.
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line into (Z03).
d
P(Fy) < Z27dpR+(d*k)SpG ZQ Z Z Q(u o) Q(ufh s Vi) -
k=1 vl

uf uk+1

LZL “,1:”1 YYCY Qi)Y (112)

k+1

d
_ 22,dpR+(d—k)spGZQ Z Q karl ZQ u1|’01 1 sp
k=1 vy

”k+1

LZQ ~k|U1 °Y Z Q Uk+1|”k+1 LZ Q uk+1|vk+1) ) (113)

“k+1 “k+1

= 22 dpR+(d- k)SPGZQ U1 ZQ Uk+1 K_ZQ U1|U1 1 )

”k+1

LZQ ey Q uk+1|vk+1> (114)

“k+1

© Zz dpRet(d- %pGZQvl LZQ uffof) ™7) !
k=1 Ul ’U,1

> QLY Qufslvf )oY (115)
Ug+1 ug+1
We get (c) by noting that th@'s are just dummy variables and we are free to replace theim «&t and then

settings = ﬁ. Next, we use the IID property of the source along with songelala to get to an exponential

form. For example, we have

ZQvl LZQ (uf|o}) T7) P = Z ZHQW O - ZHQulm 7)1t (116)

vk uk vE 1=1 up u2 up =1
= HZQ v LZQ o) 77 ) (117)
=1 v
= [ZLZ Q(u,v) T+ ”ﬂ (118)
veV uel

Similarly,

Z (v1) LZQ Tlor) 7

Ch

k k
SN TSO>Sl ™7y (119)

v 1=1 ul uz up 1=1

k
H Z ”l)LZ Qui|v) 7Y (120)

3" QIS Quly) L} (121)

veY ueU

Il
—
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Using the definitions of;;(p) and F,;(p), we can rewrite the bound as:
d

P(F;) < Y exp(—dpR+(d- k)—G+kEm( )+ (d — k) Fyi(p)) (122)
k=1
= expLd(—G+ Fui(p) = pR LZ exp (k(Eui(p) — Fuilp) — ﬁc) (123)
k=1

By the assumption of the theorer, [89), the following cdoditholds
P

Esi(p) — Fsi(p) — mG >0 (124)
Then, we can simplify the bound to
d
k=1
(d)
2 e Ld(ﬁc + Fyilp) — pR))- dexp (d(Eyi(p) — Fuilp) ﬁen (126)
= dexp(—d(pR — Esi(p))) (127)

We get (d) from noting that the sum of the geometric serieshmnpper bounded by times the largest term.
Now this holds for allp € [0, 1], so

P(Fi) < Keexp(—d(pR— Eyi(p) — ) (128)

K. 2 maxid:lOgd

> el < o0 (129)

Note thatK. < oo and is independent af becausdn(d)/d goes to0. We note thatE,;(p) is a differentiable
function for all p > 0, with E/,(0) = H(U|V) (see [18]); that is, the slope atis the conditional entropy of the
sourcel/ given the side informatiol’. E;(p) is the source coding with side information coding analog &i@er’s
function Ey(p). While Gallager’s function may be non-differentiable airis because it is the maximization of a
function over probability distributionsZ;;(p) doesn’t suffer from this problem.

Now, assuming the bias satisfies the required condition, ave h

Pe(d) < > P(Fay) (130)
< ZKET(“’“)(”R_E“(”_E) (131)

k=0
= exp(—d(pR— Es(p) —¢ )_ZK 9—k(pPR—Esi(p)—e) (132)

Since we can choosearbitrarily small, the geometric series converges and we ha

Ke —d(pR—E.i(p)—e)
Pe(d) < 1 — 2—(pR—Esi(p)—e) 2 (133)
= Keexpy(—d(pR — Eyi(p) — €)) (134)
This is true for allp € [0,1], s0 E(R) > E, 5i(R) = sup,e(0,1) PR — Esi(p).- [ |
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C. Probability of error - joint source channel coding withdsi information
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Theorem 6 (Restatement of Theoreni]2):Suppose there is a chanri#l between the encoder and the decoder

and side information is available to the decoder. Fix any 0 and letp € [0,1]. For the encoder/decoder of

Sectiond II-B and1I-C, if the biag! satisfies

1+p
P
then, there is a constaif, < oo so that

6 < 222 B(p) — Falp) ~ AEulp) + A0

Pd) < Keexpy ( = dOE(p) = Bulp) - )

Hence, with suitable choice of bias, the error exponent wétay can be

E(A) = Er,jscsi(/\) £ sup )‘EO(p) - Esz(p)

(135)

(136)

(137)

Proof: We will prove this forA = 1 and then show how the proof changes for otheAs in the previous
proof, P.(d) can be bounded by",°  P(Fy4;), and P(F;) can be bounded bEzzl P(F4r). So we start by

boundingP(Fy ). First condition on the true source sequence, channelsrgmd channel outputs.

P(Fer) < Y Quiv)REHWi=HE > 1@ = T(up)—=af,vf, uf, v{1(138)

d ,d .d ,d mdeyd 7
UHV1HT1Y1 ufeud uy#uy

< Y QubREHW (yllwl)(EL S CED > M) — xl,yl,ul,vlL)(lssa)

uf v xf,yf deud, i #us

The last step is true by Jensen’s inequality. Now the onlgghhat is random in the expectation is the channel

symbols used on the falsepaths.

P(Fyy) < Z Q(Ulavl) (z ) (y1|x1)

d gd ,.d
uf,vf,af, yf

( > Y REHEN(T @) > T(uh)

~d
udeud, u1#ur ¢

(140)

P
—xlaylautlivvtliafff > (141)

Now, we also have for alk > 0, 1(T'(u) > T'(u¥)) < exp,(s(T'(uf) — T'(uk))). So,

Qo)W (vi|)

P@f) —T(uf) = logy

~ log, 20 |”1}_))(ZZ)@1|I® +d-kG  (142)
1

—
s}
V
3
Q
=
INA
7N
2
)
i
<
=
=
o=

k
1
Q(u’ﬂvf)W( Y1 |$1) (3/k+1)
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z )W(y;m|%+1)Q(Ui+1lvk+1)) os(d—k)G (143)
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We can substitute this expression into the inequality FOFy 1. ).

P(Far) < Z QN QA ) P Q(ufy [vi ) R@F)W (yF |2F) =P R(af )W (g |2 y) - (144)

d ,d pd ,d
R RES RIS

~ s N SV[/(yd |5d )8 ps ~
( Z ZR Yoy Qg vty )W (yr|2h) %) 9sp(d—k)G

S
ufeud, u#ur z¢ P(yk-i-l)

Z Q(Uf) (U1 |U1 )I_SPQ(UgH |U1Zl+1)R(9C]1€)V[/(yiC |$If)1_SpR(xz+1)W(yg+1 Iwﬁﬂ) ‘

d od .d ,d
Uq,V1521,Y1

~ - (v 1 |7 @ ) osn(d
-(ZR@?)W@%?)MZQ B Qv ) ) 204G (148)
fd

IN

P(yk+1)

Now sets = 1/(1 + p).

1

P(Fas) < z (Q(vf)Q(U’fIv’f)mQ(UﬁHIvﬁH))-

k k)b o d d d ~d k|~ LW(yk+1|xk+1)Hp g
| REDW (yr]e1) ™ R(@)q )W (Yiega | Ths1) Z R(@O)W (yy|zy) T+
74 P(ykﬂ)”p
p
~ _1 ~, _1 P (d—
(ZQ(“1|Ulf)1*“Q(Uz+1|vlg+1)”") 217 (1=RG (146)
af
1 p _P —
< (2 <Q<vf>c2<u’f|vf>1+p@<uz+l|vz+l)(ZQul Dy QL o) e ) 209
uf,vf
W? 179 Y5\ P
(Z Rxl y1|$1) R($z+1)W yk+1|xk+1 (ZR ch)ﬁ (yk+1|xk+ll) p>(147)
Pyi )™
117y1 +1
To further reduce this expression, NotiBé¢F, ;) < A - B - 275 (MG where
p
1
A2 Y (QuhQuteh QM) )(ZQ fof) l+pc2<uk+l|vk+1>l+p) (148)
uf,vf
* e W |7 )
B 2 Y REHWH) ™ R, W () (ZR bty b e B )(149)
ot yf P(yk+1)l+p

Now, we work on each term individuallyl can be written in two partsd = A; - A, where A, is the term

corresponding to the letters from timeto &£ and As is the term corresponding to letters from timker 1 to d.
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Explanations for steps are given after the equations.

ZQ@?)ZQw’flv’f)ﬁ (ZQ k) T) (150)

[I>

Ay

u

k P
(@) Z...ZQmZ le_[lQUll’Ul (Z 1_[1 (wjlv;)T ) (151)
p
ey ZHQmIvaO_[ Qo)™ ) (152

A
1=

o o i1 et

© ;...%:Q(vl <ZH1%:QUZ|M )(f[ Q(ii;|v;) le) (153)

@SS <H2Qul|vl T) ﬁ Q(uj|v;) 1+py) (154)
n o 11w ol

Iz
®
*[~]
S

"ZQ ) ﬁ <;Q(w|vz T) (155)

=1

14+p
© E-ZHQ(vz)(ZQ(unvnw) (156)
V1 v =1 uy
k 1+p
L H <ZQ o <ZQ(Uzlvz)l ) (157)
2 < > QEICY. Quly) ”P) (158)
veY ueld
— ey (klogy | QLY @ulo) ) (159)
veY ueld

a) Memorylessness of source.
b) Sums and products commute.
c) Same as last step.

d) Replace dummy variables.

e) Combine common terms.

f) Memorylessness of source.

g) Commuting sum and product.

h) Dummy variable replacement, each of théerms is the same.
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Similarly, we work outAs; below.

A 2 3 Q) D Qi )Y Qv ) TEY (160)
= QLY QU o Y QG o yy) 7Y (161)
2N Q) 1 (Y Q@ e )Y (162)
23 QLY. Qi et ) Y (163)
< H >_Q LZQ wlo) Y (164)

I=k+1 v
d—k
2 (TaemEeunty) (165)
= ey (0= Hlog, | QY @iy ) (166)
veV ueU

a) The sum of the probabilities in a conditional distribuatis 1.
b) Replace dummy variable.
¢) Memorylessness of source.

d) All d — k terms in the product are the same.

Now use the definitions of,; and F,; to write A as:

A

A - Ay (167)
= oxpy (kEi(p) + (d — k) Fui(p)) (168)

Analogously, we will writeB = B; - B, where Bj is the product of terms concerning timeo k£ and B, is the

product of terms concerning time+ 1 to d.

B, ZLZR% (yt]aT) 1*”)_(23 W (yr |2 )1i”)f (169)

(a)
= ZLZR )W (k) o) (170)

& HZLZRxl () )+ (171)

=1 i )
k
E (ZLZﬁ W (ylz) wf*") (172)
yeY z€X
= oxp (“ogQLZ (> Ba)W (yla) ”’1) (173)

yey zeX
a) Replace dummy variables and combine common terms.

b) Use source memorylessness and commute products with sums
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¢) All k terms in the product are the same, replace the dummy vasiable

Similarly for B,

By

1>

—
O
~

> ( > R )W (yi i l2i) ) < > R(@L, {(ﬁ;—fﬁ“)] T)p (174)

d d
Ye+1  Thta

1
W7 )™
ZP Uit <ZR Thtq {% (175)
e P Yi+1
k+1 k+1
1
Wi leg )] ™7
> Pyiy) < > R(afy, {% (176)
yé 2d (yk-i-l)
Jk+1 k+1
p
_1
Z P(yi1) )T ( Z R(zf,1) yk+1|17g+1)””> (177)
Uk+1 1k+1
p
H ZP Yi 1+P<ZR )W (yi|1) 1+P> (178)
I=k+1 u

<ZP( 1+P<Zﬂ W (ylz) 1+p> >dk (179)
3 Py <ZB [ )]T)pD (180)

yey TEX

exps <(d —k)log,

a) Total probability: the sum in the first parentheses eqmy{jﬂ).

b) Replace dummy variables.

c) Move P(yg, ) out of second sum.

d) Memorylessness of channel, [ID channel input generaimhcommute product with sums.

e) All d — k terms are the same; replace dummy variables.

Use the definitions oF, and F' and substitute foi3; and B, to get:

November 9, 2018

B = B B, (181)
= expy (— kEo(p) — (d - K)F(p)) (182)
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Finally, we can put everything together:

P(Fqp) < A-B (183)
= expy <<d - k)ﬁ(; +kEqi(p) + (d — k)Fui(p) — kEo(p) — (d — k)F(p)) (184)

d
P(Fy) < ZP(Fd,w (185)

IN

ZeXm(d BTG kE(o) + (d—k)stp)—kEo(p)—(d—k)F(m) (186)

—  expy <d {%G + Fu(p) — F(p)D :

ZGXPQ < |: sz ) - Fsz(p) - EO(p) + F(p) - ﬁG]> (187)

Now suppose that # 1. The only thlng that would change would be that instead ohannel inputs and outputs,

there would be\d channel inputs and outputs. The independence of the chandeource straightforwardly gives:

P(Fuy) < exp, ((d—mﬁmwsi(m+<d—k>FSi<p>—kAEo(m—(d—k)AF(p)) (188)

eXPy <d[ﬁ(¥ + Fai(p) — AF(p)]) .

d
- ; eXPy <k {Esi(p) — FLi(p) — AEo(p) + AF(p) — ?ppGD (189)

P(Fy)

IN

Now, we assume thaf < ip”[Esi(p) — Fyi(p) — MAEo(p) + AF'(p)], so that the term in the exponential in the
sum is positive. Then the total sum can be bounded hiynes thed?” term in the sum.
P(Fy) < dexp ( - d(/\Eo (p) — Es; (M)) (190)
The derivative at zero oF is I(R, W) where

_ e 1o, BEW (l2)

and the derivative of,; at zero isH(U|V), so if H(U|V) < M (R, W), there is some < (0,1] so that the

(191)

difference\Ey(p) — Esi(p) is strictly positive. Thep can be optimized to give the source-channel random coding

with side information exponent, ..(A) = max,cjo,1] AEo(p) — Esi(p). [ |

D. Random variable of computation - source coding with sitferimation

Theorem 7 (Restatement of Theoreni]3):Suppose that the decoder has access to the side informatidhere
is a rateR noiseless, binary channel between the encoder and de¢toxleny v € [0, 1]. For the encoder/decoder
of Section1I-B, if the bias satisfies

1+, 1+~ _
Deum << [7R Fszm} (192)
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then they!” moment of computation is uniformly finite all far i.e. 3 K < oo such thatv i, E[N]] < K, if

Y

R > (193)

Proof: Recall that

i (194)

Mg

E[NT] <
=1 k=1
.
Ay 2B ( (@) > ) (195)
a: uweul
From sectiod VI-B[(97), we already know thatlif> k,
A < expy (= DG4 RE0) + (1= HIFa() - 1R (19)
If I <k, we have
.
a = Y QukabE| (X @)z rad)) u’f,v'f] (197)
“1 vl ﬂllzﬂl;éul
(a) -
£ Y Qo H( X EurE) > )= uL) (198)
ul 'U1 'L’Ill:ﬁlgéul

&) ~ D)
1+~

IN

Z Qul, vF ( > E[l(parities ofa} match exp, (-

L.

L—ul,vlL) (199)

ul 'U1 uY 1y Fuy

(a) uses Jensen’s inequality followed by linearity of coiodial expectation. The parity generation process is

independent on different branches of the encoding tree, and

- Q(ﬂ1|vl1) I—-k)G

exp,(D(@) = T(uh)) = ( 2( (200)

2 ! ! Q(ull|”l1)Q(“f+1|Ulk+1)

S0 substituting gives
Q(a[vi) T une g\’

A < Y Qb ok ( ( o (201)

u§1 ot al EZ#U Q(Ul1|vl1)Q(“f+1|Ulk+1)

< Z Qv Ul|“1)1*”Q(WH)Q(U;CH|Ulk+1)m :

v

oxpy (101G - ) (Z Q(allvbw) (202)

~1

Y
= l—k)——G—-IyR)-C-D 203
exp2(< LG - R) (203)
v
c £ Z Qv1)Q(uj [v) H” <ZQ uh[v}) T) (204)
D & Z Q(uf)Qufy [ofy ) T+ (205)
uf+17vf+1
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The terms corresponding to letters from timéo [, C' are the same ag (1160) in sectlon MI-B, so we have

Ap < exp ((z - k)%G — YR+ lEsm)) D (206)

The termD can be simplified into an exponential form usiag;:

D 2 3 Qui)Qulvf) ™ (207)
“f+1=”zk+1
= Y QF) Y. Qb lvfiy) (208)
7JlkJrl “;11
k 1
= H ZQ(Um)ZQ(umh}m)m (209)
m=Il+1 vm U
. k—1
- (Tew X aunt) (210)
veY uey
— o (k=16 (211)
So if K > [, we have:
Aig < exp ((l - k)ﬁG — YR+ 1Es(y) + (k — Z)Gsi(7)> (212)
Combining the bounds gives
BN < ) Au (213)
1=1 k=1
= ZZAl,k + Z Z Ak (214)
=1 k=l k=11=k+1
< ZZAz,k +ZZAl,k (215)
=1 k=1 k=1 I=k
(a) o0 oo
< > > exp <(z - k)%G — YR+ IEy(y) + (k — Z)Gsi(v)> +
=1 k=l
3 exp ((l — k) =G + kEy(y) + (L - k) Fu() — zw) (216)
k=1 1=k L+

0 ;exp ( ~ IR~ Esm») ; exp ( ~ (k=G G - Gsm») i

S o Bl ) S e [ (1 m oy
S e (~HOR—Bu) Lo~ 0B 156+ Fat) ~97) @17

a) Substitute forA; ;.
b) Add and subtracfl — k)yR in the exponent of the second double sum.

November 9, 2018 DRAFT



36

The above sums converge if the following conditions are met:

TG > Gsi(7) (219)
o F; 220
0 < AR Fal) (220)
This concludes the proof assuming these conditions holdseBothat[(219) and_(2R0) can be satisfied by one
choice of bias assumin§ (218), see secfion VI-F. [ |

E. Random variable of computation - joint source channelimgadvith side information

Theorem 8 (Restatement of Theorenil4):Suppose there is a chanriél between the encoder and the decoder
and side information is available to the decoder. Fix any [0, 1]. For the encoder/decoder of Sectigns]I-B and
[I=Cl if the biasG satisfies

1+7
Y
then they!” moment of computation is uniformly finite all fat i.e. 3 K < oo such thatv i, E[N]] < K, if

Gul) =260 <6 < 122

AF(y) — Fy m} (221)

AEo(7y) > Esi(7) (222)

Proof: Again, we will show this for\ = 1 and at the end see how it changes Jog# 1. Recall that

EINTT < >3 A (223)
=1 k=1
,
Ap & E( > 1LF(ﬂﬁ)2F(u’f)L>] (224)
ﬂllzﬂl;éul

From [138) in sectiof VI-C, we already know that/if> %,

Ay < exp ((l - k)ﬁG +kEsi(v) + (1 = k) Fsi(y) — kEo(y) — (I = k) F (7)) (225)
If | <k, we have
[ v
e =Y QukebrEwle | (S urE 2 ) x';,y;au'f,v'f] (220
uf ,of 2 f yf LA
r Y
(a) N
< D QA WHREHW (yF2HE| Y 1T @) > T(uf)) w’f,y’f,u’f,vi“] (227)
uf of 2yt L4y
k k k k| k i I‘(ﬂll)—l"(u’f) k kK k’Y
< Z Q(uy, v ) R(z7)W (yi|z7) E ZGXP ﬁ T1,Y1, U1, U1 (228)
uf ,of 2 f yf L4y

A
=

1 uF v
QU o8 R W () (ZE[exp<w> x’f,y’f,u’f,v’fD (229)

1+
Wb ok ok 7
~1 k Yy
(c) ut) —T'(u
DS Qb B REHW S [ 33 RE) exp (7( D) — I 1)) (230)
b et ol =) 1ty
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a) Jensen’s inequality.
b) Linearity of expectation.

¢) Conditioning on channel inputs along ‘false’ paths.

Now, we write out the term in the exponent to get:

exp<F(ﬂé)—F(u’f)) _ ( QU o)W (v |7 P(uf,) )>M2<1_MG 23

I+ Q(Ul1|vi)w(yl1|517l1)Q(u;€+1|U;€+1)W(ylk+1|$é€+1
So, substituting and merging terms gives:
1

A <D0 QEDQI) QU )Qufy fofi) T R )W (3 1)

k k .k Kk
Uy,v1,27,Yq

1 ()
R(a:f+1)W(yf+1|xf+l)1+vP(ylk+1)1+w 205G
¥

)
(ZQ@MM) (zR@a)myiﬁaw) (32)

The terms corresponding to letters from tirhéo [ are easily recognized to be the same as in the last sections,

so we can extract them and get

A < exp <(l - k)%G + 1 Esi(7) — lEO(’Y)) < Z Q(Uﬁl)Q(uﬁﬂUﬁl)li”) :

uk Uk
+1271+41
1 v
< > R(a:ﬁl)W(yﬁﬂxl’nl)1+vP(yf+1>1+v) (233)
wﬁl’yhl
= exp ((l - k)%G +I1Esi(vy) — ZE0(7)> -C-D (234)
1
C 2 Y Qui)Qufilvf) ™ (235)
uf+17vf+1
1 o
D £ Z R(xﬁl)w(ylkﬂmﬁl)lﬂp(ylkﬂ)n” (236)
xﬁlvyﬁrl
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Then, we work withC' and D individually to get:

So finally for k&

Ak

E[N7] <

IN

IN

C o= Y QUu)Quf|vfy) T (237)
“f+1=”zk+1
k—1
- (Z QY Q(umm) (238)
veEY uelU
D = > R )Wyl laf) ™ Plyf,) ™ (239)
wﬁl’yhl
Wyl laf )\ ™
= > RG@i) (% P(yfi) (240)
k k yl+1)
Try1Yr4a
Wikt )\
= D PO X Rlath) (% (241)
yzk+1 xﬁrl i+
Wiyl \ )
yle) \
= P €T 242
(Z_;v w2 s0)("p0) ) (242)
> [, using the definitions of7;; andG gives
= e ((z —R) o G+ LB() + (k= DGii() = LBy (7) = (e = zmw) (243)
Now we split the double sum in the bound BfN”| and use the two cases bft to get:
SN A (244)
=1 k=1
Z Z Ak + Z Z Ak (245)
=1 k=l k=11=k+1
DD Akt D A (246)
=1 k=l k=1 1=k
DD e (L= K)o G+ () o+ (k= DGi() = LEo(7) = (k l)Gm) +
=1 k=l

33 exp ((l - k)%e +kEsi(v) + (1 — k) Fa(y) = kEo(v) — (I — k)F(v)) (247)
k=1 1=k

> exp (U(Eai(y) — Eo(1)LY exp ((z — R G (= DGai(n) = (e Z)G(7)> (248)
=1

k=l

+ Y e B(Ea) - BY e (1= DG+ (= WFa() - (- DFG)
k=1 =k

Now, if A # 1, we would instead have

ENT < Y expUEa(y) — AEo())Y exp ((z—k)%m(k—wasi(v)—A(k—wG(w) (249)
=1

November 9, 2018

k=l

+> exp (E(Esi(y) — ABo(7))L)_ exp ((l - k)ﬁG + (1= k)Fa(y) = Al — k)F(7)>
k=1 =k
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The above sums converge if the following conditions are met:

Esi(v) < AEo(v) (250)
ﬁa > Guily) — AG(v) (251)
ﬁ(} < AF(y) = Fuly) (252)

Condition [250) is effectively the requirement that thersewcoding computational cutoff rate for th&* moment
is lower than the channel coding cutoff rate for ¢ moment. This is needed in this caseen though we are

using joint source-channel codin@onditions [[2511) and (252) combined require

1+ 1+
26wt 260 < 6 <22 |apt) - £u)] 259
[ |

F. Showing the range of viable bias values is non-empty
Fix a~ € [0,1]. For eachw € V andy € ) defineH(v) and J(y) as:
Hw) £ 3 Quv)™ (254)
ueU
Wyle) ™
J(y £ Bz ( (255)
() ZX @ (e

If we considert to a random variable with distributiofi(v) onV andY to be a random variable with distribution

P(y) on Y, then by definition we have the following relations:

By(y) = logy E[H(V)'™] (256)
Fy(v) = logy E[H(V)"] (257)
Gsi(y) = logy E[H(V)] (258)
Eo(y) = —logy E[J(Y)] (259)
F(y) = —log, E[J(Y)"] (260)
G(v) = —logy E[J(Y)] (261)

By repeated use of Jensen’s inequality, since [0, 1], we also have

BEH(V)™] = E[H(V)EHV)] (262)
> EH(V)EHV)] (263)
BJ(Y)™] = EJMW)IEJ(Y)) (264)
> EJY)EJ(Y)] (265)
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Sincelog, is a monotonically increasing function, this means:

Ey(y) = Fo(v)+Gsi(v) (266)
Eo(v) = F()+GH) (267)
Now, if ¥R > Ey,(v), then
TR—Fy(v) = Gsi(y) > Esi(v) — Fai(v) — Gsi(y) (268)
> 0 (269)

Hence,(#Gsi (), HTV('yR — F.(7))) is a non-empty open interval of bias values that give a finitemoment
of computation ifyR > E;(v) as shown in section VI-D.
For the joint source-channel case, we asswhg(y) > Es;(y). Then,
AF(7) + AG(y) — Fsi(y) = Gsi(v) = AEo(v) — Esi(y) (270)
> 0 (271)

Hence, there is a non-empty open interval of allowable bi&ses in Theoreml4 ihEy(y) > Fgi(7)-

G. Error exponent with bias set for computation
In this section, it is shown that if the bias can be set to aeh#ey'"” moment of computation while still allowing

for a positive error exponent.
In the source coding with side information case, assugtie> F;(v), then we know (Thni]1) that for adl > 0,

there is aK,. < co so that
P.(d) < K2 4O R=Esi(v) =€) (272)

This is provided that the bia§ satisfies

14
G < = Ea() ~ Fula)] (273)
Also, from Thm[3, they"® moment of computation is finite provided
1+ 1+
TWGSZ-(W) <G< T’Y[’YR — Fyi(v)] (274)

Suppose the bias is set so that = HT”[ESZ-('y) — F,;(7)]. Then there is a positive error exponent with delay.
It is also true, however, that this choice of bias yields atdini’* moment of computation. Since we assume
YR > E(v), it is immediate thaG* < Z2[yR — Fyi(7)].

For the other inequality, we need that tlag function is strictly concave). This combined with the assumption

that U is not deterministic givew € V for at least oné’ gives the strict inequality below:

Gsi(7) + Fai(7) < Eai(y) (275)

Hence,G* > HT”GSZ-(V) if the sourceU is not deterministic givew for at least one value of € V .

1 U is conditionally deterministic givem for all v € V, obviously the source coding with side information problamot interesting as

zero rate is needed.
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For the joint source-channel coding with side informati@se; an analogous line of reasoning gives that the

choiceG* = ”TV[ESZ-W) — Fyi(y) — AEo(7) + AF(v)] gives a positive error exponent and finif¢ moment of

computation providedv,; (v) < Eo (7).
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